problem-free BGM/FGM. S TOA shows the way to effective and

Our Quest for Perfection. Z
Digital Processor TOA

The DP-L2 is a digital audio processor with an ambient noise control (ANC) function that makes automatic
changes in its output sound levels depending on the amount of surrounding noise, and an automatic level control (ALC)

function that automatically adjusts the input signal level so it is appropriate at all times. ( ; ‘
BGM and announcements remain audible and understandable at all times,with no annoying loudness for customers. | J
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sp’aSh-prOOf ‘Lowlmpedance Speaker Continuous Program Input ; : Bt f O P I: D P e P O u n c M'-xer
SPe a ke r SYSte m ‘High Impedance Speaker Rated Input SRR Unparalleled DSP mixer ideal for multi-zone paging,

. . The DP-K1 is equipped with TOA's new Automatic Resonance Control(ARC) function, muwusic distribution and room-combining applications.
BS Series H Series which automatically measures and processes the acoustic resonance characteristics of complex environments and
BS-1030B BS-1030W H-2WP H-3WP provides compensatory paramgter sgtﬂlngs. Worklnglln tandem with the unit's 8I-bus matrix capability, the DP-K1's M-9000 M-9000 modules
@ modular design allows up to 8 line/mic inputs and 8 line outputs, as well as flexible contact/closure remote control.
@ /f The ARC function, along with gain, equalizer, crossover, noise gate, matrix and delay functions, D-OO1T . D,'001R AN‘QOW -
N P b lied hof the 8 | d Dual Mlc/l'.lne Input  Line Input Module Ambient Noise
. can be applied to each of the 8 inputs and outputs. Module with DSP with DSP Sensing Microphone
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e Dual Mode (Mixer and Matrix) - two separate feature sets to suit both )
Exceptional sound quality and value for a wide variety e Sleek, stylish appearance blends well with modern architecture simple mixing and complex multi-zone distribution applications. ggr;g%oganel ggr;gtoeoganel
of applications. Installation is fast and easy with the for background/foreground music and paging systems. ©10-Band Parametric EQ, High/Low Pass Filters, Compressor, Delay, etc.
supplied mounting bracket or rear panel keyholes for Minimum reflection design reduces sound wave reflections ©Modular System- up to 8 mic/line inputs and 8 outputs
horizontal or vertical surface-mounting. typical of conventional bracket-mounted box type speakers. ©Ambient Noise Control - automatically increase or reduce output levels in [#on |
oH-3WP's wide 140°horizontal coverage pattern provides a response to changes in ambient noise : :

sloution for eliminating deadspots inherent between wall- o Input Priority Modes sets priority order when multiple inputs with the same ‘

mounted speakers. priority level are broadcast .
Compact Array Slim Line Array s h .
HXSBWP  HXSW-WP SR-SILWP SR-S4SWP Ampiifier

Design optimization for efficient and reliable
high-level performance.

DA-500 Series

a.
Linear design tailored for

distance sound
transmission applications

M

Controllable coverage characteristics allows optimal
multiple unit configuration for installation in a wide
range of venues including auditoriums, banquet halls,
bars, shopping malls, and houses of worship.

™ DA-250 Series

The DA Series multi-channel power amplifiers offer a wider choice of power ratings, advanced Class D amplification circuitry, and a
highly efficient AC mains to output power ratio, for the complete technological superiority it takes to support long-term installation

L applications. These energy-efficient, space-saving amplifiers are designed to combine high levels of performance and efficiency,
and are well-suited to ensure sound reinforcement reliability in a wide range of venue types.

o TOA Corporation
Human Society with
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b.

Designed for a 10° vertical
coverage area which offers
ideal sound coverage over
a shorter distance
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